

















ASIO Buffer Size (Windows Only)

Set the buffer size of your ASIO driver here.
Disable WDM Audio in windows

A small buffer size will in result in lower latency at the expense of increased CPU usage. A high buffer size will result in a higher
latency but with lower CPU usage. If you are using lots of virtual instruments and effects processing in your DAW project, and the
CPU usage is high, then increase the buffer size to permit lower CPU usage.

File Menu

Mac Windows

Open - opens a File open dialog allowing selection of any pre-saved Saffire MixControl set-ups.

Save - opens a File save dialog allowing selection of a location into which your Saffire MixControl set-up can be saved.
Subsequent saves overwrite the original file.

Save As - opens a File save dialog allowing selection of a location into which your Saffire MixControl set-up can be saved. Use this
option if you want to keep your original saved set-up and create a new one with a different name.

Restore Factory Default - Causes the Saffire PRO 24 DSP to revert to the original default state in which it left the factory. This can
be used to globally reset all mixer, routing, and monitor settings, allowing creation of a new set-up from scratch.

Clear all Settings - Causes the Saffire PRO 24 DSP to reset all settings.

Save to Hardware - This saves the current Saffire MixControl set-up to the Saffire PRO 24 DSP hardware. If you are moving

the Saffire PRO 24 DSP from one computer to another and want to retain the set-up, then choose this option. Note that Saffire
MixControl does not automatically load from hardware (as this would overwrite a current set-up); it must be loaded manually.
Load from Hardware - This loads the saved set-up from the Saffire PRO 24 DSP hardware into the Saffire MixControl software.

As you can see from the above screen shots, ‘Open’, ‘Save’ and ‘Save as’ all have keyboard shortcuts. These are standard shortcuts

for their respective functions, so if you are regularly changing settings for your various sessions, then the shortcuts will reduce
your set-up time.
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Performance Specifications

Microphone Inputs 1-2

o Frequency Response: 20Hz - 20kHz +/- 0.1 dB

o Gain Range: +13dB to +60dB

. THD+N: 0.001% (measured at TkHz with a 20Hz/22kHz bandpass filter)

. Noise EIN: 124dB analogue to digital (measured at 60dB of gain with 150 Ohm termination (20Hz/22kHz bandpass filter)
o Input Impedance: 2k Ohm

Line Inputs (Inputs 1-2)

o Frequency Response: 20Hz - 20kHz +/- 0.1dB

o Gain Range: -10dB to +36dB

o THD+N: < 0.001% (measured with 0dBFS input and 22Hz/22kHz bandpass filter)
. Noise: -90dBu (22Hz/22kHz bandpass filter)

. Input Impedance: >10k Ohm

Line Inputs 3-4

o Frequency Response: 20Hz - 20kHz +/- 0.1 dB

J Gain Range: Switch-able between +16dBu or -10dBV for 0dBFS (balanced inputs]
. THD+N: 0.003% (measured at 1kHz with a 20Hz/22kHz bandpass filter)

. Noise: -100dBu (22Hz/22kHz bandpass filter)

o Input Impedance: >10k Ohm

Instrument Inputs (Inputs 1 and 2)

. Frequency Response: 20Hz - 20kHz +/- 0.1dB

o Gain Range: +13dB to +60dB

. THD+N: 0.004% (measured with 0dBu input and 20Hz/22kHz bandpass filter)
. Noise: -87dBu (20Hz/22kHz bandpass filter)

Analogue Audio Outputs (Outputs 1-6)

o 6 Electronically Balanced Outputs
o Maximum Output Level (0dBFS): +16dBu
. THD+N: 0.001% (0dBFS input, 20Hz/22kHz bandpass filter)

Digital Performance

. A/D Dynamic Range = 105dB (A-weighted), all analogue inputs
o D/A Dynamic Range = 105dB (A-weighted), all analogue outputs
o Clock Sources:

Internal Clock

Sync to Word Clock on SPDIF Input (RCA])

Sync to Word Clock on ADAT input

Sync to Word Clock on optical SPDIF Input (when enabled)

o JetPLL™ PLL technology providing superb jitter reduction for class leading converter performance.
o Clock jitter < 250 picoseconds

o Supported Sample Rates: 44.1kHz, 48kHz, 88.2kHz, 96kHz

. 16 input channels to computer: Analogue (4], SPDIF (2), ADAT (8) and Mix Loop-back (2).

. 8 output channels from computer: Analogue (), SPDIF (2).

o Assignable 16 input by 8 output mixer.
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Front and Rear Connectivity

Analogue Channel Inputs (Inputs 1-4)

. 2 Mic XLR Combo [channels 1-2) on front panel

. 2 Line %" TRS (channels 3-4) on rear panel

. Automatic switching between Mic / Line (channels 1-2)

J Switching between Line / Instrument Inputs (channels 1-2] via Saffire MixControl Application

o Switching between +16dBu (low] and -10dBV (high) gain on inputs 3-4 via Saffire MixControl Application

Digital Channel Inputs (Inputs 9-26) 44.1 - 96kHz

. Stereo S/PDIF input on RCA
J 8 ADAT inputs on Optical Connector, reduces to 4 inputs at 88.2/96kHz
. Optical ADAT Input can be switched to S/PDIF 3/4 in software preferences (ADAT Input disabled)

Analogue Audio Outputs (Outputs 1-6)

o 6" TRS Jacks

. Output Level control (analogue] for outputs 1 and 2

o Stereo Headphones Mix 1 on 2" TRS (also routed to Outputs 3 & 4} with VRM and independent volume control
o Stereo Headphones Mix 2 on %" TRS (also routed to Outputs 5 & 6) with independent volume control

Digital Channel Outputs (Outputs 8-9) 44.1 - 96kHz

. Stereo S/PDIF Output on RCA

Other I/0

o 1 6-pin FireWire S400 socket

o 2 Standard 5-pin DIN MIDI connectors: In and Out

o DC Power Input Connector (for use with supplied universal input power supply)

Front Panel Indicators

o 45 segment input meters, -42, -18, -6, -3 and 0dBFS

. LKD “Lock” Indicator

. FW “Host Connected” Indicator

. “Power” LED

o Instrument input source selection LED for channels 1 and 2
o 48V Phantom Power LED

o Dim and Mute LEDs

Weight and Dimensions

. Dimensions: approx. 21.5 x 4.5 x 22cm (W x H x D)
o Weight: 1.5kg

Troubleshooting

For all troubleshooting queries, please visit the Focusrite Answerbase where there are articles covering numerous troubleshooting
examples. www.focusrite.com/answerbase.

E &O.E.
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